Changelog for mr11.2.1

ID Category Summary Target Releases

Category: Bugfix

56743 Bugfix Fix ncos_set preference Ul in the new admin interface mrl11.2.1.3, mr11.2.2, mr11.3.1
Wrong P-Asserted-identity parsing if PAI already contains ";user=phone" URI
56453 Bugfix mrl11.1.1.39, mr11.1.2, mr11.2.1.3, mr11.2.2, mr11.3.1
param
56420 Bugfix fix SRTP key context mixup mrl10.5.4, mr11.1.2, mr11.2.1, mr11.2.2, mr11.3.1
56482 Bugfix Remove deprecated files in /etc/ngcp-config mrl10.5.4, mr11.2.1.2, mr11.3.1
56347 Bucf The 'alias=' value set in Contact by end user needs to be kept in the ACK/BYE R- mr10.5.1.53, mr10.5.3.3, mr10.5.4, mr11.1.1.40, mr11.1.2,
ugfix
URI mrl11.2.1.6, mr11.2.2, mr11.3.1
mr7.5.14, mr8.5.10, mr9.5.6, mr9.5.7, mr10.1.2,
55283 Bugfix Various rtpengine fixes mrl10.5.2.27, mr10.5.3, mr10.5.4, mr11.0.2, mr11.1.1,
mrl11.1.1.19, mrl11.1.2, mr11.2.1, mrl11.3.1
mr8.5.11, mr9.5.7, mr10.5.4, mr11.1.1.3, mr11.1.2,
56463 Bugfix ngcp-update fails if schema related to credentials.mysql has changed
mrll1.2.1.2, mr11.2.2, mr11.3.1
When proxy receive INVITE from CQ with CLIR=1, it does not perform
56154 Bugfix mr9.5.7, mr10.5.3, mr11.1.2, mr11.2.1
anonymization
55858 Bugfix Kamailio generate acc record entry that generate mediator error mrl11.2.1, mr11.3.1
mr9.5.6.3, mr9.5.7, mr10.5.1.12, mr10.5.3.4, mr10.5.4,
56058 Bugfix Sems-pbx was crashing almost constantly for a period of time
mrl11.1.1.6, mr11.1.2, mr11.2.1, mr11.3.1
3PCC re-invite due to the moh is changing Opus and Opus telephone-event RTP
56653 Bugfix mrl11.1.1.9, mr11.1.2, mr11.2.1.4, mr11.2.2, mr11.3.1
payload id
mr10.5.1.12, mr10.5.2.5, mr10.5.3.2, mr10.5.4, mr11.1.1.3,
56244 Bugfix SBCReplicatedCallLeg::processingCycle with no 'local tag' (sems crash)
mrl11.1.2, mrl1l.2.1
Pseudo-variable $ulc(exp=>aor) only contains userpart in mr8.5.11, mr9.5.7, mr10.5.4, mr11.1.2, mr11.2.1.2,
56613 Bugfix
event route[usrloc:contact-expired] mrll.2.2, mr11.3.1
56506 Bugfix [CSC] The primary number reported in CF setting of a seat is not correct mrl11.2.1.3, mr11.2.2, mr11.3.1

mrl10.5.1.4, mr10.5.2.2, mr10.5.3, mr10.5.4, mr11.0.1.2,
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prevent mediator shutdown on broken rows

Debian/bookworm: Update Grml ISO

COLP is set to Caller in case of CF scenario, even if caller is not a PBX user

ngcpcfg set neglects decimal part of a float number

ngcp-log-flow not working when -f option is added.

ngcp-status reports about LA

Upgrade to mr10.5 fails - can't merge config.yml commits

Subscribers cannot see cfdestinationsets or cftimesets created by the subscriber's
admin

[Rainbow Voice] WebClient: "Office phone mode" cannot be selected since it is
greyed

Eventapi missing bye event after FailedEvent/timeout during transfer

Search feature on Customer does not work correctly using v2 Ul

Debian/bookworm: asterisk-voicemail + codec _g729 in wrong directory + lack of
chan_sip

Keydb is missing in monit

SSH connections not closed and running without permission exception

NPN and UPN lost after CF+CQ
Unable to finalise ngcp-initial-configuration

interconnection test SS_hold 0x: a€ recvonlya€™ is changed to 4€ sendrecva€™

on resuming held call

Debian/bookworm: ngcp-installer fails to run in PRO due to HA problems

mrl11.0.2, mr11.1.1.2, mr11.1.2, mr11.2.1, mr11.2.2,
mrl11.3.1

mrll.2.1, mr11.3.1
mr11.1.1.38, mr11.1.2, mr11.2.1.2, mr11.2.2, mr11.3.1

mrl11.1.1.4, mr11.1.2, mr11.2.1, mr11.2.1.2, mr11.2.2,
mrl11.3.1

mrl10.5.2.4, mr10.5.3.3, mr10.5.4, mr11.1.1.3, mr11.1.2,
mrll1.2.1, mr11.3.1

mr8.5.11, mr9.5.7, mr10.5.3.2, mr10.5.4, mr11.1.1.3,
mrll1.1.2, mr11.2.1, mrl11.2.1.2, mr11.2.2, mr11.3.1

mrl10.5.3, mr10.5.3.2, mr10.5.3.4, mr10.5.3.5, mr10.5.3.7,
mrl10.5.4, mr11.2.1, mr11.3.1

mrll1.2.1

mrl10.5.1.3, mr10.5.2.3, mr10.5.3.2, mr10.5.4, mr11.0.1.3,
mrl11.0.2, mr11.1.1.4, mr11.1.2, mr11.2.1, mr11.3.1

mrl11.1.1.37, mr11.1.2, mr11.2.1, mrl11.3.1

mrl10.5.1.11, mr10.5.2.10, mr10.5.3.4, mr10.5.4, mr11.1.1.9,

mrl1.1.2, mr11.2.1, mrl11.3.1

mrll.2.1

mr8.5.11, mr9.5.7, mr10.5.4, mr11.1.2, mrl11.2.1

mrl10.5.2.3, mr10.5.3.2, mr10.5.4, mr11.1.1.2, mr11.1.2,
mrl1.2.1

mrl10.5.2.30, mr10.5.3, mr11.1.1.22, mr11.1.2, mr11.2.1
mrl10.5.4, mr11.2.1, mrl11.3.1

mr9.5.5.2, mr9.5.5.4, mr9.5.5.5, mr9.5.6.2, mr9.5.7,
mrl10.5.3.3, mr10.5.4, mr11.1.1.4, mr11.1.2, mr11.2.1

mrl1.2.1
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Fix typo in new config parameter tpcc.identifier suffix

[CRRAINB-29650][Cloud Telephony]3PCC makecall + CFnoReply + CFnoReply :

wrong sip device display on caller

swap ID modulus offsets with rate-o-mat ha mode

Welcome + serial hunt group - no announcement if no answer

AUI: Remove "Sip Call flow" from CE

TT#181300: New web interface: preferences with long descriptions have cut text

TT#163504: CSC: do not change options 'description' on option change
[ngcpcfg] --remove-interface removes the whole list of interfaces defined
fix rtpengine call teardown logic

TT#181003: New Web interface: filter/serach in susbcriber preferences doesn't

work properly

TT#147250: CloudPBX 9.5: Errors on generating a Seat.

global: Fix issues with gcc-13 defaulting to C99

ngcp-system-tests: Fix tests on CARRIER

TT#175551: AUI: PRO features are visible on CE web interface

TT#133065: CSC: The last state of the "Main menu" is not restored after
RTCengine call

resellerbrandings and resellerbrandinglogos expects different IDs

AUI: Branding URL is not reachable under reseller account (Dashboard is shown)
TT#175251: CSC: Calls to Voicebox signed differently on "Call list" and
"Dashboard"
[CRRAINB-30472]T082 TR AcallsB Banswers CcallsB Banswers Btransfers (1/3
and 3/1)

mrl1.2.1, mr11.3.1

mrl11.1.1.36, mr11.1.2, mr11.2.1, mr11.3.1

mrl1.2.1

mrl10.5.1.46, mr10.5.2.19, mr10.5.3, mr11.0.1.26, mr11.0.2,
mrl11.1.1.3, mr11.1.2, mr11.2.1

mrl10.5.1.4, mr10.5.2.3, mr10.5.3, mr11.1.1.2, mr11.1.2,
mrl1.2.1

mrl10.5.1.8, mr10.5.2.7, mr10.5.3, mr11.1.1.6, mr11.1.2,
mrl1.2.1

mrl11.1.1.3, mr11.1.2, mr11.2.1, mr11.3.1
mrl1.2.1
mrll.1.2, mr11.2.1

mrl10.5.1.8, mr10.5.2.7, mr10.5.3, mr11.1.1.6, mr11.1.2,
mrl1.2.1

mrl10.5.1.5, mr10.5.2.5, mr10.5.3, mr11.1.1.4, mr11.1.2,
mrll.2.1

mrll.2.1
mrll.2.1

mrl10.5.1.10, mr10.5.2.9, mr10.5.3.3, mr10.5.4, mr11.1.1.8,
mrll.1.2, mr11.2.1

mrl10.5.3.3, mr10.5.4, mr11.1.1.7, mr11.1.2, mr11.2.1

mrll.2.1

mrll.2.1

mrl1.2.1

mrl11.1.1.35, mrl11.1.2, mr11.2.1, mr11.3.1
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CFT doesn't work if Mobile Push is enabled
kamailio crash on shutdown
Voiceboxpass for peering calls does not consider system language

[CRRAINB-30473][Cloud Telephony]2 step transfer + wrong device

display:T083 TR AcallsB Banswers CcallsA Aanswers_Atransfers- mix

[CRRAINB-30474][Cloud Telephony]2 step transfer + wrong device
display:T084 TR AcallsD CFU B Banswers BcallsC Canswers Btransfer

[CRRAINB-30475][Cloud Telephony]2 step transfer + wrong device
display:T084 TR AcallsD CFU B Banswers BcallsC Canswers Btransfer

No audio when calling a pbx subs via AA and picked-up via BLF

Vouchers Topup via Sems DTMF deons't work

Eventapi - missing 'bye' when a call is cancelled to a mono device callee

[Android][Cloud] user presence still shows busy after invalid phone number is

called

Debian/bookworm: prosody integration

WebRTC calls stuck on CSC interface

[AUI] update modules reported as critical
[CSC] update modules reported as critical

[CRRAINB-30469][Cloud Telephony]blindT + wrong device display:
TO60 BT AcallsB Banswers AblindtransfersTo...

[CRRAINB-31416][Cloud Telephony] Attendee transfer to HG b full 1PCC: wrong

display on users devices

FAx/Send.pm is not managing correctly the exit status of good faxes -- $channel->

{status} == 16

[CRRAINB-31196]THGO050 serial AcallsB Banswers AblindtransfersTo HG -

(wayl=_3PCC;way2=_1PCC)

mrl10.5.4, mr11.1.2, mrl11.2.1
mrl10.5.3, mr11.1.2, mrl11.2.1

mrll.2.1

mrl11.1.1.34, mrl11.1.2, mr11.2.1, mr11.3.1

mrl11.1.1.32, mr11.1.2, mr11.2.1

mrl11.1.1.31, mr11.1.2, mr11.2.1

mr9.5.5.3, mr9.5.6, mr10.5.1.10, mr10.5.3, mr11.0.1.5,
mrl11.0.2, mr11.1.2, mrl11.2.1

mrl10.5.1.11, mr10.5.1.51, mr10.5.2.4, mr10.5.3,
mrl11.1.1.20, mr11.1.2, mr11.2.1

mr11.1.1.30, mr11.1.2, mr11.2.1

mrl11.1.1.29, mr11.1.2, mr11.2.1

mrll.2.1

mrl10.5.1.8, mr10.5.3.3, mr10.5.4, mr11.1.1.7, mr11.1.2,
mrll.2.1

mrll.2.1

mrll.2.1

mrll.1.2, mr11.2.1

mrl11.1.1.26, mr11.1.2, mr11.2.1

mr8.5.11, mr9.5.7, mr10.5.1.2, mr10.5.2.2, mr10.5.3,
mrll.1.2, mr11.2.1

mrl11.1.1.25, mrl11.1.2, mr11.2.1
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[CRRAINB-29617][Cloud Telephony] HG member Blindtransfer call to user- wrongmr11.1.1.24, mr11.1.2, mr11.2.1

displayname on caller device

Diversion not checked against aliases

NGCP-SNMP-AGENT fails if there is a customerfraudevent

[CSC] PBX settings are visible only if clir intrapbx preference is enabled in the
profile

ngcp-rate-o-mat.service is disabled on active node

With CFT set and "force outbound call to peer" the CFT destination is not

triggered after call timeout.

FaxServer on Carrier with multiple proxy nodes is not working correctly by a bad

definition on asterisk/sip.conf and Send.pm
ngcp-check-no-public-passwords fails on CE after upgrade

Errors related to P-NGCP-Leg-A-Info on proxy.log

Prod: privacy of C (via peer) is not applied in history info header of 181 to A

shellcheck v0.9.0 complains about new issues in rtpengine, ngcpcfg,...

Pacemaker: Stand-by node does not take over when active node is down

Debian/bookworm: glusterfs-server in bookworm lacks gluster binary
license-client fails to build against Debian/bookworm

klish fails to build against Debian/bookworm

Unable to re-run ngcp-initial-configuration

vagrant: vagrant up debian-* fails to authenticate

Call to the webRTC not working properly

Rename /usr/share/ngcp-upgrade/steps/mr9.5/update grub config

TT#185052: Rainbow Hub - Blind transfer attendant to a hunting group : caller

display on group voicemail NOK

mr8.5.11, mr9.5.7, mr10.5.4, mr11.1.2, mrl11.2.1

mr8.5.10.2, mr8.5.11, mr9.5.6.2, mr9.5.7, mr10.5.3.2,
mrl10.5.4, mr11.1.1.2, mr11.1.2, mrl11.2.1

mrll.2.1

mrl10.5.2.3, mr10.5.3, mr11.1.1.2, mr11.1.2, mr11.2.1

mr9.5.6.4, mr9.5.7, mr10.5.2.29, mr10.5.3, mr11.1.1.21,
mrll.1.2, mr11.2.1

mr8.5.11, mr9.5.7, mr10.5.4, mr11.1.2, mr11.2.1

mr9.5.6.5, mr11.1.1.6, mr11.2.1
mrl11.1.1.23, mr11.1.2, mr11.2.1
mr9.5.7, mr10.5.3, mr11.1.2, mr11.2.1
mrl11.2.1

mrl10.5.1.5, mr10.5.2.2, mr10.5.3, mr11.1.1.2, mr11.1.2,
mrll.2.1

mrll1.2.1

mrll1.2.1

mrll1.2.1

mr10.5.2.2, mr10.5.3, mr11.1.1.2, mr11.1.2, mr11.2.1
mrl11.2.1

mr10.5.1.6, mr10.5.2.6, mr10.5.3, mr11.1.1.5, mr11.1.2,
mrl1l1.2.1

mr9.5.6.2, mr9.5.6.7, mr11.2.1

mrl10.5.1, mr10.5.1.16, mr10.5.1.52, mr10.5.2, mr10.5.2.27,
mr10.5.3, mr11.0.1.12, mr11.0.2, mr11.1.1, mr11.1.1.19,
mrl11.1.2, mr11.2.1
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AOC does not work on 9.5 lab

ngcp-status reports failed ngcp-mysqgl-compare-dbs while "All schemes are equal”

Upgrade: /etc/udev/rules.d/70-persistent-net.rules isn't rewritten to PCIID format

Debian/bookworm: sems-pbx fails to build against bookworm

[CRRAINB-29653] [Cloud Telephony] 3PCC makecall + 2step transfer from A :

wrong sip device display on caller

Attended Call Transfer (A[target]) - missing ref

Debian/bookworm: sems-pbx fails to compile against libprotobuf-dev
Failing builds in py-ngcp-kamailio-test-docker due to inaccessible
gitlab.com/pycqa/flake8

I0S: It's impossible to deactivate Push in the App Settings

On I0OS push cant be disabled via settings

Administrator bound to a specific reseller get 403 when select Reseller

During the upgrade of A side pacemaker reboots B node
[AUI] Impossible to create aliases for subscribers belonging to Basic Customers
kct fails because of check on asterisk

[CRRAINB-29836][Cloud Telephony] 3PCC makecall + Blindtransfer from B to C
CFU VM : wrong sip device display on caller

[RAINBOW VOICE] No CTI event when call is routed to a private trunk

Atrium#00654346 // Calling party number in group voice mail is not displayed the

number
Domain pref Outbound Diversion Header not used if CallQueue enabled

Regression 9.5 - LI019 - Non target HPBX calls to conference number [as target]

with PIN - no LEMF capture

mr8.5.9.7, mr8.5.10.2, mr8.5.11, mr9.5.5.7, mr9.5.6.2,
mr9.5.7, mr10.5.2.2, mr10.5.3, mr11.1.1.3, mr11.1.2,
mrll1.2.1

mrl1.1.1.2, mr11.1.2, mr11.2.1

mr9.5.6.6, mr9.5.7, mr10.5.2.6, mr10.5.3, mr11.1.1.3,
mrll.1.2, mr11.2.1

mrl1.2.1

mrl10.5.3, mr11.1.1.2, mr11.1.1.17, mr11.1.2, mr11.2.1

mr9.5.6.3, mr9.5.7, mr10.5.2.27, mr10.5.3, mr11.1.1.19,
mrll.1.2, mr11.2.1

mrll.2.1

mr8.5.10.2, mr8.5.11, mr9.5.7, mr10.5.3, mr11.2.1

mrll.2.1
mrll.2.1

mrl10.5.1.8, mr10.5.2.7, mr10.5.3, mr11.1.1.6, mr11.1.2,
mrll.2.1

mrll.2.1
mrl11.0.1.4, mr11.0.2, mr11.1.1.5, mr11.1.2, mr11.2.1

mrl10.5.2.4, mr10.5.3, mr11.1.1.3, mr11.1.2, mr11.2.1

mrl11.1.1.17, mrl11.1.2, mr11.2.1

mrll.1.2, mr11.2.1

mrl10.5.1.50, mr10.5.3, mr11.0.2, mr11.1.1.16, mr11.1.2,
mrl1.2.1

mr8.5.10, mr9.5.7, mr10.5.3, mr11.1.2, mr11.2.1

mr9.5.5.6, mr9.5.6, mr10.5.2.4, mr10.5.3, mr11.1.1.3,
mrll.1.2, mr11.2.1
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Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

API query takes too long

Debian/bookworm:

ngcp-sync-db fails to run db synchronization

It is no longer possible to download voicemails from new admin-panel

[New AdminUI] Cannot upload fees as CSV

Callqueues: No early reject playback, in case callee sends 486 or 603

[Cloud Telephony] AA reach HG, caller release before any member answer:

missing call ended on last ringing member

Calls to a HG are queued after previous call is picked up via BLF

deployment.sh script couldn't run correctly due to RTC time difference on the

system.

Debian/bookworm:

kamailio-proxy failing to run due to rex pcre problems

Call-Park / Unpark - Audio of call unpark is not intercepted.

Voisniff doesn't capture B-LEG of the call when configured as SPLIT-LI in version

mr9.5.x

Debian/bookworm:

Debian/bookworm:

chan_sip module

Debian/bookworm:
Debian/bookworm:

Debian/bookworm:

localhost:3306"

Debian/bookworm:

ngcp-sudo-plugin located in wrong place

asterisk not listening on UDP port 5070 / failing to load

ngcpcfg fails to generate /etc/default/ngcp-proxy
ssh group is no longer named as such

ngcp-status complains about "DB: wrong DB Engines on

ngcp-status reporting many "WARNING: Forcing protocol to

TCP due to option specification" warnings

Incorrect on-hold music played

mrl10.5.1.28, mr10.5.2.8, mr10.5.3, mr11.0.1.8, mr11.0.2,
mrll.1.2, mr11.2.1

mrl1.2.1

mrl10.5.1.6, mr10.5.2.5, mr10.5.3, mr11.1.1.4, mr11.1.2,
mrl1.2.1

mrl10.5.1.6, mr10.5.2.5, mr10.5.3, mr11.1.1.4, mr11.1.2,
mrll1.2.1

mrl1.2.1

mrl10.5.1.49, mr10.5.3, mr11.0.1.31, mr11.0.2, mr11.1.1.14,
mrll.1.2, mr11.2.1

mrl10.5.3, mr11.0.2, mr11.1.2, mr11.2.1

mrl1.2.1

mrll.2.1

mr9.5.5.18, mr9.5.6.2, mr9.5.7, mr10.5.2.26, mr10.5.3,
mrl11.1.1.13, mrl11.1.2, mr11.2.1

mr9.5.5.18, mr9.5.6, mr10.5.2.26, mr10.5.3, mr11.1.1.11,
mrll.1.2, mr11.2.1

mrll.2.1

mrl1.2.1

mrl1.2.1
mrl1.2.1

mrl1.2.1

mrll.2.1

mrl10.5.1.27, mr10.5.2.7, mr10.5.3, mr11.0.1.7, mr11.0.2,
mrll.1.2, mr11.2.1


https://support.sipwise.com/view.php?id=55871
https://support.sipwise.com/view.php?id=55924
https://support.sipwise.com/view.php?id=55756
https://support.sipwise.com/view.php?id=55386
https://support.sipwise.com/view.php?id=55878
https://support.sipwise.com/view.php?id=55531
https://support.sipwise.com/view.php?id=55506
https://support.sipwise.com/view.php?id=55949
https://support.sipwise.com/view.php?id=55920
https://support.sipwise.com/view.php?id=55529
https://support.sipwise.com/view.php?id=55765
https://support.sipwise.com/view.php?id=55918
https://support.sipwise.com/view.php?id=55916
https://support.sipwise.com/view.php?id=55890
https://support.sipwise.com/view.php?id=55898
https://support.sipwise.com/view.php?id=55907
https://support.sipwise.com/view.php?id=55909
https://support.sipwise.com/view.php?id=55618

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Debian/bookworm: diff/15301.up incompatible with mariadb 10.6
Debian/bookworm: ngcp-panel fails to run

Debian/bookworm: adjust systemd hardening for new @pkey + @resources

behavior

Redis error "HMSET... wrong number of argument" when the uri in X-CALLER-

INFO has no display name

Debian/bookworm: ngcp-status doesn't support bookworm yet

[RAINBOW VOICE] Bubble's Original Caller not displayed on Rainbow Application

after an attended transfer

Cannot remove "Administrative" flag from subscribers

Debian/boookworm: systemctl preset-all failing for ngcp-kannel-smsbox + ngcp-

kannel-bearerbox.service

[Cloud Telephony][CSTA] bad content of private data "callerInfoDevice" in
SnapshotCallResponse

When uploading greeting files in CSC, filter shows unsupported options.

Subscriber creation fails if default timezone is selected

update grub config fails on SW raid

Lab: privacy of C is not applied in history info header of INVITE to D

Debian/bookworm: missing asterisk-opus + asterisk-g72x
prosody depends on missing lua-rex-pcre in Debian/bookworm

[Cloud Telephony] 3PCC blindtransfer to wrong number: no call ended on

transfered

P-NGCP-Caller-Info info is not added when Split-LI is active

sems fails to build against Debian/bookworm

mrl1.2.1

mrll.2.1

mrl1.2.1

mrl11.1.1.12, mrl11.1.2, mr11.2.1

mrl1.2.1

mrl11.1.1.3, mr11.1.1.11, mr11.1.2, mrl11.2.1

mrl10.5.1.27, mr10.5.2.7, mr10.5.3, mr11.0.1.7, mr11.0.2,
mrll.1.2, mr11.2.1

mrl1.2.1

mrll1.1.1.2, mr11.1.2, mr11.2.1

mr10.5.1.4, mr10.5.2.4, mr11.1.1.2, mr11.2.1

mrl10.5.1.4, mr10.5.2.3, mr10.5.3, mr11.0.1, mr11.0.1.2,
mrl11.0.2, mr11.1.1, mrl11.1.2, mr11.2.1

mrll.2.1

mr9.5.5.5, mr9.5.5.16, mr9.5.6, mr10.5.2.3, mr10.5.2.22,
mrl10.5.3, mr11.0.2, mr11.1.1.2, mr11.1.1.7, mr11.1.2,
mrl1.2.1

mrl1.2.1
mrl1.2.1

mrl11.0.1.29, mr11.0.2, mr11.1.1.10, mr11.1.2, mr11.2.1

mr9.5.5.17, mr9.5.6, mr10.5.2.24, mr10.5.3, mr11.1.1.9,
mrll.1.2, mr11.2.1

mrl1.2.1
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Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

Bugfix

AUT: in subscriber sound set preference I can select "customer soundset" part 2

[CRRAINB-29675][Cloud Telephony] user CFU to HG: when member rings or

takes the call, this is member name which is displayed

documentation fails to build against Debian/bookworm

[CRRAINB-29654][Cloud Telephony] 3PCC makecall + 2step transfer from B :

wrong sip device display on caller

Lab: privacy of B is applied in history info header of 181 to A via peer

Lab: privacy of B is applied in history info header of INVITE to D via peer

[CRRAINB-29651][Cloud Telephony] 3PCC makecall + Blindtransfer from B :

wrong sip device display on caller

Typo found on default proxy templates

Dlg counter get stuck, in case of NOTIFY in route[ROUTE EARLY REJECT]

Atrium#00648316 //Automated attendant calls being forwarded to a different

company users

AUTI: in subscriber sound set preference I can select "customer soundset"

SEMS click2dial (was: API /api/callcontrols/ throws 500 error)

"privacy=id" is used instead of "privacy=history" in HIH header to D

privacy of C is not applied in history info header of 181 to peer

privacy of B is not applied in history info header of INVITE request to C

privacy of C is not applied in history info headers of 181 message Description

mrl10.5.1.3, mr10.5.2.2, mr10.5.3, mr11.0.1.3, mr11.0.2,
mrl1.2.1

mrl10.5.2.16, mr10.5.3, mr11.0.1.24, mr11.0.2, mr11.1.1,
mrl1.2.1

mrl1.2.1

mrl10.5.2.23, mr10.5.3, mr11.0.2, mr11.1.1.8, mr11.1.2,
mrll1.2.1

mr9.5.5.13, mr9.5.6, mr10.5.2.17, mr10.5.3, mr11.0.2,
mrl11.1.1.6, mr11.1.2, mrl11.2.1

mr9.5.6, mr10.5.2.18, mr10.5.3, mr11.0.2, mr11.1.1.5,
mrll.1.2, mr11.2.1

mrl10.5.3, mr11.0.2, mr11.1.1.4, mr11.1.2, mr11.2.1

mr9.5.5.15, mr9.5.6, mr10.5.1.47, mr10.5.2.20, mr10.5.3,
mrl11.0.2, mr11.1.2, mrl11.2.1

mrl11.0.1.25, mr11.0.2, mr11.1.1, mrl11.2.1

mrl10.5.2.13, mr10.5.3, mr11.0.1.21, mr11.0.2, mr11.1.1,
mrl1.2.1

mrl10.5.1.3, mr10.5.2.2, mr10.5.3, mr11.0.1.2, mr11.0.2,
mrll.1.1, mr11.2.1

mr9.5.6, mr10.5.3, mr11.0.2, mr11.1.1, mrl11.2.1
mr9.5.5.4, mr9.5.6, mr10.5.2.2, mr10.5.2.14, mr10.5.3,
mrl11.0.1.22, mr11.1.1, mr11.2.1

mr9.5.6, mr10.5.2.14, mr10.5.3, mr11.0.1.22, mr11.1.1,
mrl1.2.1

mr9.5.6, mr10.5.2.14, mr10.5.3, mr11.0.1.22, mr11.1.1,
mrl1l1.2.1

mr9.5.6, mr10.5.2.14, mr10.5.3, mr11.0.1.22, mr11.1.1,
mrll1.2.1
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55657 Bugfix

55455 Bugfix

55650 Bugfix

55597 Bugfix

55580 Bugfix

55590 Bugfix

55505 Bugfix

55511 Bugfix

55567 Bugfix

51104 Bugfix

55525 Bugfix

55555  Bugfix

55547 Bugfix

55575 Bugfix

55550  Bugfix

55468 Bugfix

In case of failed call to an endpoint, the port is not rewritten properly trying to mr9.5.6, mr10.5.3, mr11.0.2, mr11.1.1, mri1.2.1
reach early media annoncements

Proxy Eventapi - redis HMSET command fails when "group name" contains space mr10.5.1.43, mr10.5.2.12, mr10.5.3, mr11.0.1.13, mr11.0.2,
characters mrl1.1.1, mr11.2.1

In case of failed call to Voicemail service, the RTP ports are not closed mrl10.5.3, mr11.0.2, mr11.1.1, mr11.2.1

force outbound calls to peer seems causing some troubles cleaning redis dialog mr11.2.1

[CRRAINB-29464][Cloud Telephony] Blindtransfer from A+ CallForward - wrong mr10.5.1.43, mr10.5.2.12, mr10.5.3, mr11.0.1.20, mr11.0.2,
displayname on caller device mrl1.1.1, mrl11.2.1

Mr11.0.1 Kamailio unable to start /etc/kamailio/proxy/proxy.cfg, line 2013, columnmr10.5.1.41, mr10.5.2.10, mr10.5.3, mr11.0.1.18, mr11.0.2,
3-4: syntax error mrll.1.1, mr11.2.1

Calls to PBX subs with CQ are queued when PBX subs has CF engaged. mrl10.5.3, mr11.0.2, mr11.1.1, mrl11.2.1

alias= parameter in 200 OK Contact is breaking our internal call flow, and ACK is
mr10.5.3, mr11.0.2, mr11.1.1, mr11.2.1
not sent to the correct destination
COLP info is exposed to external peering in case of peer->exten with CF->exten mr10.5.1.42, mr10.5.3, mr11.0.2, mr11.1.1, mr11.2.1
TT#100451: Wakeup service relies on system language and ignores
Doman/Subscriber language preferences mrtt.2d
Ngcp status reports broken replica for 3308 mrll.2.1
[Cloud Telephony] forwarded call + transfer : wrong display on device in call after mr10.5.1.40, mr10.5.2.9, mr10.5.3, mr11.0.1.15, mr11.0.2,
transfer mrll1.1.1, mrl1l.2.1
[Cloud Telephony] Blindtransfer + CallForward - wrong displayname on caller mrl10.5.1.40, mr10.5.2.9, mr10.5.3, mr11.0.1.15,
device mr11.0.1.17, mr11.0.2, mr11.1.1, mr11.2.1
mr10.5.1.39, mr10.5.2.8, mr10.5.3, mr11.0.1.16, mr11.0.2,

mrll.1.1, mr11.2.1

Double CFNA on a HG creates problem with user identification on voicemail

Proxy generates error message when call rejected by peering server with 603 mrl1.2.1

Force installation of keydb version 6.2.3~git20220223.d591df1-1~bpol1+1 in
trunk, mr11.0.1 and mr11.1.1

mrl11.0.1.2, mrl1l.2.1

Category: Change Request

55940 Change Request

[CSC] Add possibility to configure "user defined buttons" on phones via CSC panel mr11.2.1, mr11.2.1.2, mr11.2.2
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Change Request
Change Request
Change Request
Change Request
Change Request
Change Request
Change Request
Change Request
Change Request

Change Request

Change Request

Change Request

Change Request
Change Request

Change Request

Change Request

Change Request

Change Request

Change Request

Change Request

Change Request

Change Request

Change Request

[CSC] Add possibility to configure "user defined buttons" on phones via CSC panel mr11.2.1

Add support for EVS codec (transcoding) to rtpengine

Possibility to configure via Admin panel Customer speed dials
[ALE#22.28] Short codes for analog devices

Implement bulk operation for POST

[ALE#22.11] Traffic Barring schedule: time-range for call barring
Add Time Set support to NCOS Levels

implement "ncos sets" in the API

implement "ncos sets" in the Ul

add "ncos sets" database support

Document the new possibility to create Short codes on customer level and add

reference in ngcp release note

Add possibility to configure user configurations done directly on the phone higher

priority over configurations coming from prov
Create new "NCOS Level Set" page
Add possibility to configure "user defined buttons" on phones via CSC panel

Documenting NCOS SET and NCOS LEVEL timeset in our handbook

TT#139467: Geo-Redundancy technical documentation

Please create a mantis-tools git repo and hook it into the infra

Allow configuration of the new "Forward" and "Speed Dial" button types in device

creation
Add new phone's lines type: "Forward" and "Speed Dial"

Add new "Phone Config Priority" param in device provisioning

Reduce maintenance window

[CSC] Configure FROM header via CSC panel
[CSC] Configure FROM header via CSC panel

mrll.2.1, mr11.3.1

mrll.2.1, mr11.2.1.2, mr11.2.2

mrll.2.1

mrll.2.1, mr11.2.1.2, mr11.2.2, mr11.3.1
mrll.2.1

mrll.2.1, mr11.3.1

mrll.2.1, mr11.3.1

mrll.2.1

mrll.2.1

mrll.2.1, mr11.3.1

mrll1.2.1

mrl1.2.1
mrll.2.1
mrll.2.1, mr11.3.1

mrl10.5.1, mr10.5.3.2, mr10.5.4, mr11.0.1.2, mr11.0.2,
mr11.1.1.2, mr11.2.1, mr11.3.1

mrl1.2.1

mrll.2.1, mr11.3.1

mrl1.2.1
mrl1.2.1

mr9.5.6, mr9.5.6.9, mr10.5.2.2, mr10.5.3, mr10.5.3.6,
mrll1.1.1, mr11.2.1, mrl11.3.1

mrll1.2.1
mrl1.2.1
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Change Request

Change Request

Change Request
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Change Request

Change Request

Change Request

Change Request

Change Request
Change Request
Change Request

Change Request

Change Request
Change Request
Change Request

Category: Improvement

TT#167950: Add possibility to create FaxServer instances mrl1l1.2.1

To implement the kamailio logic for the new 'NCOS SET" preferences mrll.2.1
[ALE#22.31] In a RBH Call queue, when an agent rejects a call, it is represented

immediately mrtt2.1

When 'cli' preference is exposed, prevent that subscriber administrator change its

value to a random one in the old CSC mrtd21
Subscriber administrator should have the possibility to configure the CLI of each

single seats that belongs to the customer. mril2d

add new table provisioning.voip contract speed dial mr11.1.1.2, mr11.1.1.5, mr11.1.1.15, mr11.1.2, mr11.2.1
TT#169752: [ALE#22.10] New REST API method to clean Redis cache mrl1.1.1, mr11.2.1
Transition to usrmerge mrll.2.1
Subscriber admin should be able to configure CFBNumberSets of other 1191

subscribers
Subscriber admin should be able to configure CFSourceSets of other subscribers mri11.2.1

Subscriber admin should be able to configure CFDestinationSets of other 1121
mrll.2.
subscribers

Subscriber admin should be able to configure CFTimesets of other subscribers mrl11.2.1
Add ngcp-task-agent git repository mrl1l1.2.1
New API endpoint to configure Customer speed dials mrl11.1.1, mrl11.2.1

New API endpoint to get all primary numbers assigned to subscribers belonging
mrl11.1.1, mr11.1.1.3, mr11.1.1.15, mr11.1.2, mr11.2.1
to a customer

TT#169550: [ALE#22.07] Freeswitch: Call Queue mrl1.2.1
TT#173600: Manual configuration for LDAP ssh auth support mr9.5 (ppa), mrl1.1.1, mr11.2.1
[ALE#22.19] Group call log mrl1.1.1, mr11.2.1

Improvement

Improvement

mr9.5.1.20, mr9.5.5.2, mr9.5.6.2, mr9.5.7, mr10.5.1.10,
mrl10.5.2.9, mr10.5.4, mr11.2.1.2, mr11.2.2, mr11.3.1

0056377: Give option to disable SIP-password-change in CSC

Create a script that automatically generate the release notes mrl1l1.2.1


https://support.sipwise.com/view.php?id=54588
https://support.sipwise.com/view.php?id=55680
https://support.sipwise.com/view.php?id=55636
https://support.sipwise.com/view.php?id=56234
https://support.sipwise.com/view.php?id=56031
https://support.sipwise.com/view.php?id=55711
https://support.sipwise.com/view.php?id=54646
https://support.sipwise.com/view.php?id=55379
https://support.sipwise.com/view.php?id=56029
https://support.sipwise.com/view.php?id=56026
https://support.sipwise.com/view.php?id=56027
https://support.sipwise.com/view.php?id=56028
https://support.sipwise.com/view.php?id=55953
https://support.sipwise.com/view.php?id=55453
https://support.sipwise.com/view.php?id=55458
https://support.sipwise.com/view.php?id=54634
https://support.sipwise.com/view.php?id=54753
https://support.sipwise.com/view.php?id=33003
https://support.sipwise.com/view.php?id=56399
https://support.sipwise.com/view.php?id=56271

55470

Improvement

Improvement

Improvement

Improvement

Improvement

Improvement
Improvement
Improvement
Improvement
Improvement
Improvement

Improvement

Improvement

Improvement
Improvement
Improvement

Improvement

Improvement

[CSC] Reply with 486 from WebRTC when the user is busy in another

conversation
Configure sip username, display-names and web username independently in CSC

Move general.maintenance to new yml file

ngcp-initial-configuration --join should check that local time is in sync

[CSC] Customer admin user should be able to open seats configuration in a
separated page

TT#146604: CSC: voicemail page doesn't report in which folder the messages are
ngcp-witnessd: Add profile checkpoints

klish: Reduce dependency on klish

bulk-processor: Simplify kbytes2gigs into humanize bytes

global: Remove klish

rtpengine: add flexible input clock rate and clock rate multipliers

Implement e2e tests

[documentation] A placeholder which provides a ticket number for release notes

updates. (@donat)

In latest trunk we distribute load between proxy nodes is that expected?
[CSC] update modules reported as critical

[AUI] update modules reported as critical

RTPEngine: Improve the way we accept crypto suites

Be able to run ngcpcfg + templates in a plain Debian Bullseye system

mrl10.5.3.3, mr10.5.4, mr11.1.1.7, mr11.1.2, mr11.2.1

mrl1.2.1
mrl1.2.1, mr11.3.1

mr8.5.10.2, mr8.5.10.3, mr8.5.11, mr9.5.6.2, mr9.5.7,
mrl10.5.3.2, mr10.5.4, mr11.1.1.3, mr11.1.2, mr11.2.1

mrll.2.1

mrl11.1.1.3, mr11.1.2, mr11.2.1
mrl1.2.1

mrll1.2.1

mrl11.2.1

mrl1.2.1

mrl11.2.1

mrll.1.1, mr11.2.1, mrl11.5.1

mrll.2.1

mrl11.1.1.33, mrl11.1.2, mr11.2.1
mrl11.2.1
mrl1.2.1
mrl11.2.1

mr8.5.1.16, mr8.5.2.19, mr8.5.4.12, mr8.5.5.11, mr8.5.6.10,
mr8.5.7.5, mr8.5.10.3, mr8.5.11, mr9.5.1.21, mr9.5.2.13,
mr9.5.3.6, mr9.5.4.8, mr9.5.5.5, mr9.5.6.8, mr9.5.7,
mr10.0.1.6, mr10.0.2, mr10.1.1.8, mr10.1.1.10, mr10.1.2,
mrl10.2.1.3, mr10.2.1.5, mr10.2.2, mr10.3.1.4, mr10.3.1.6,
mr10.3.2, mr10.4.1.2, mr10.4.1.5, mr10.4.2, mr10.5.1.2,
mrl10.5.1.3, mr10.5.1.4, mr10.5.1.5, mr10.5.1.6, mr10.5.2.2,
mrl10.5.2.3, mr10.5.2.7, mr10.5.2.8, mr10.5.2.9,


https://support.sipwise.com/view.php?id=56085
https://support.sipwise.com/view.php?id=54861
https://support.sipwise.com/view.php?id=56090
https://support.sipwise.com/view.php?id=56361
https://support.sipwise.com/view.php?id=32998
https://support.sipwise.com/view.php?id=53842
https://support.sipwise.com/view.php?id=55996
https://support.sipwise.com/view.php?id=56261
https://support.sipwise.com/view.php?id=56236
https://support.sipwise.com/view.php?id=56273
https://support.sipwise.com/view.php?id=56008
https://support.sipwise.com/view.php?id=55393
https://support.sipwise.com/view.php?id=55780
https://support.sipwise.com/view.php?id=56385
https://support.sipwise.com/view.php?id=56003
https://support.sipwise.com/view.php?id=56002
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https://support.sipwise.com/view.php?id=55470

Improvement

Improvement
Improvement
Improvement

Improvement

Improvement

Improvement

Improvement

Improvement
Improvement
Improvement
Improvement
Improvement
Improvement

Improvement

Improvement

Improvement
Improvement
Improvement
Improvement

Improvement

Document in details how voisniff interception works at the moment, in particular

for the Split-LI case

TT#112108: Create API endpoint tests

re-enable rate-o-mat "master-master" mode
RTPEngine: Add a preference list of crypto suites
sems (CE): stop using patches

TT#129268: CSC: missing time/filter/search on "Conversations" page (comparing

to vl CSC)

Call Recording in AUI does not show who is the caller/callee.

Call Recording in CSC does not show who is the caller/callee.

Rework forced mappings to v2 endpoints

Update K-C-T for 302 scenario, based on new refactoring

Standardise api file and class names

[CSC] PBX Configuration > Groups configuration should be displayed like Seats
Update kamailio 5.6.0 to 5.6.latest on branch trunk

Debian/bookworm: asterisk migration from chan sip.so to chan pjsip.so
RTPEngine: SDES crypto suites in the SDP

monitoring: Cleanup/Improve collective-check and witnessd configuration file
options

RTPEngine: Add an option to force increasing the SDP version

transmit silence parameter for asterisk

TT#162803: AUI: SubscriberDetails - SpeedDial - Migrate add/edit page
Change api prefix to /api/v2 for production

ngcpcfg: detect unquoted content?

mrl10.5.2.10, mr10.5.3, mr10.5.4, mr11.0.1.2, mr11.0.1.3,
mrl11.0.2, mr11.1.1, mr11.1.1.4, mr11.1.1.5, mr11.1.1.7,
mrll.1.2, mr11.2.1

mrll.2.1

mrl1.2.1
mrl1.2.1
mrl1.2.1
mrl11.2.1

mrl10.5.1.7, mr10.5.2.7, mr10.5.3.2, mr10.5.4, mr11.1.1.6,
mrll.1.2, mr11.2.1

mrl10.5.1.9, mr10.5.2.8, mr10.5.3.2, mr10.5.4, mr11.1.1.7,
mrll.1.2, mr11.2.1

mrl10.5.1.7, mr10.5.2.7, mr10.5.3.2, mr10.5.4, mr11.1.1.6,
mrll.1.2, mr11.2.1

mrll.2.1

mrll.2.1

mrl11.1.1.5, mr11.1.2, mr11.2.1

mrll.2.1

mr8.5.11, mr9.5.7, mr10.5.3, mr11.1.2, mr11.2.1
mrll.2.1

mrl1.2.1

mrl1.2.1

mrll.2.1
mrll.2.1
mrll.2.1
mrll.2.1

mr11.1.1.2, mr11.1.2, mri11.2.1
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https://support.sipwise.com/view.php?id=56040
https://support.sipwise.com/view.php?id=55974
https://support.sipwise.com/view.php?id=56083
https://support.sipwise.com/view.php?id=56147
https://support.sipwise.com/view.php?id=56000
https://support.sipwise.com/view.php?id=56125
https://support.sipwise.com/view.php?id=55375
https://support.sipwise.com/view.php?id=56129
https://support.sipwise.com/view.php?id=56078
https://support.sipwise.com/view.php?id=54445
https://support.sipwise.com/view.php?id=55976
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Improvement

Improvement

Improvement

Improvement

Improvement
Improvement

Improvement

Improvement

Improvement

Improvement

Improvement

Improvement

Improvement

Improvement

Improvement
Improvement

Improvement

Improvement

Improvement

kct: add new scenario to test manager secretary feature
Rework calls flow from AA

Add/Modify step on upgrade script for carrier to permit to add correct GRANTS
on proxy 3308

New admin panel search tool fails for large DB

Add support of :=' to fix rename network interfaces step
ngcp-mysql-compare-dbs should compare local schema with master replica

Documentation: Add to chance log the new permissions max_subnets parameter

AA and OH: Improvements, re-work

Documentation: describe in the handbook that topos is not applied for OPTIONS
and REGISTER

TT#188550: Speed up base-vim-configure job
Improve nodejs Debian backports and policies

Add parameter in config.yml to setup max subnets param for permissions

Kamailio module

DSM: stop using 'P-Early-Announce' hf, and move it as a parameter to 'P-DSM-
App'

[CPBX] As a PBX user I want the possibility to choose my Caller ID number/name

for local calls and a different one fo

Script to check kamailio config

templates: remove IF/ELSE PRO in the 'sems-b2b/'
Remove unused rtcengine databse from NGCP

Fix deprecation warning [DEP0005] DeprecationWarning: Buffer() is deprecated

due to security and usability issues.

ngcp-sync-grants, ngcp-sync-constants add custom dbhost, dbport support

mrll.2.1
mrll.2.1

mr8.5.9.4, mr9.5.6.4, mr9.5.7, mr10.5.2.5, mr11.1.1.2,
mrll.2.1

mrl10.5.1.5, mr10.5.2.4, mr10.5.3, mr11.1.1.3, mr11.1.2,
mrl1.2.1

mr9.5.6, mr11.2.1
mrl1.2.1
mrll.2.1

mrl10.5.2.6, mr10.5.3, mr11.0.1.4, mr11.0.1.10, mr11.0.2,
mrll.1, mr1l1.2.1

mrll.2.1

mrl1.2.1
mrll.1.1, mr11.2.1

mrll.2.1

mrll.2.1

mrl1.2.1

mrl1.2.1
mrl1.2.1
mrl1.2.1

mrl1.1.1, mr11.2.1

mr8.5.9.2, mr8.5.10, mr9.5.5.2, mr9.5.6, mr10.5.1.2,
mrl10.5.2.2, mr10.5.3, mr11.0.1.2, mr11.0.2, mr11.1.1,
mrl1.2.1
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https://support.sipwise.com/view.php?id=55843
https://support.sipwise.com/view.php?id=55803
https://support.sipwise.com/view.php?id=55554
https://support.sipwise.com/view.php?id=55839
https://support.sipwise.com/view.php?id=33038
https://support.sipwise.com/view.php?id=55832
https://support.sipwise.com/view.php?id=55228
https://support.sipwise.com/view.php?id=55391
https://support.sipwise.com/view.php?id=55795
https://support.sipwise.com/view.php?id=55431
https://support.sipwise.com/view.php?id=55331
https://support.sipwise.com/view.php?id=55696
https://support.sipwise.com/view.php?id=55706
https://support.sipwise.com/view.php?id=55714
https://support.sipwise.com/view.php?id=55556
https://support.sipwise.com/view.php?id=55642

[API] Add possibility to filter soundsets in order to get only the one not assigned mr10.5.1.25, mr10.5.2.3, mr10.5.3, mr11.0.2, mr11.1.1,
55538 Improvement

to customers mrl1.2.1

Category: None

[CSC] Customer admin must be able to configure call forward for all seats in

32997 None mrll.2.1
CPBX via CSC panel

[CSC] Customer admin must be able to configure call forward for all seats in

32999 None mrll.2.1
CPBX via CSC panel
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