Changelog for mr10.5.2
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Summary

AA and OH:
TT#182053:
TT#182101:
TT#186650:
TT#185900:
TT#187550:
TT#175101:
TT#187100:
TT#187700:
TT#188650:
TT#187950:
TT#185053:
TT#185701
TT#188700:
TT#187250:
TT#189900:

Development

Improvements, re-work

Hide Header Manipulation feature on CE WEB (ngcp-panel/AUI/API?)

Hide Phonebook on CE WEB and PRO non-PBX WEB

Improve ngcp-mariadb-replication-check for GeoRedundancy (check rdb01* replications on DB host)
Add (enable) opus support to asterisk.voicemail

Push not working correctly in mr10.3+

Download LNP data in text format automatically and make insert in our LNP DB

Asterisk: add support for code g722 (and investigate possibility to support g729)
ngcp-mysgl-compare-dbs diff on "mysql" schema tables

[ALE] wrong cause on 3PCC makecall + 3PCC deflect

[ALE] No announcement of recording on indirect call (with Rainbow Hub)

Prepare documentation for instances

Strange prosody cleanup: prosody continues clean already deleted domains (till the next prosody restart)
[Test pro] Kamailio crashed with minor load mr10.5.1

Kamailio proxy crashed

rtpengine: fix SSRC tracking with zero SSRC

TT#44805: [rtpengine] - Improve Final Packet Stats

TT#163101
TT#188901
TT#186701
TT#176000:
TT#180901
TT#181950:
TT#187351
TT#187851
TT#188450:
TT#187350:
TT#189550:

AUI: BillingProfiles - Migrate add page

voisniff: support CIN range for SW X2

CloudPBX: missing Allow-header in OK from auto-attendant to an INVITE causes problems on some caller-systems
AUI: CustomerDetails - Locations - Migrate edit page
[ALE#22.22] Emulated Ring back tone step 2

sip error when doing 2 successive blindtransfer

[ALE] No early announcement played to a caller, after a blind transfer failed.

PAI header set to value 0 after 3PCC attended transfer

Race condition between play_announce_before_cf and location mapping

Group voice prompt not played after external incoming call to Welcome/AA/Group
voisniff: add captagent interceptionPointID field

Callqueue addressed via the AA is not working
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